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APPARATUS, METHOD AND COMPUTER
PROGRAM PRODUCT FOR RECOGNIZING
SPEECH

CROSS-REFERENCE TO RELATED
APPLICATIONS

This application is based upon and claims the benefit of
priority from the prior Japanese Patent Application No. 2006-
83762, filed on Mar. 24, 2006; the entire contents of which are
incorporated herein by reference.

BACKGROUND OF THE INVENTION

1. Field of the Invention

The present invention relates to an apparatus, a method and
a computer program product for recognizing a speech by
converting speech signals into character strings.

2. Description of the Related Art

Recently, human interface technologies based on speech
input have been brought into practical use. For example, there
is a speech-based operation system that enables a user to
operate the system by vocalizing one of predetermined com-
mands. The system recognizes the speech command and per-
forms a corresponding operation. Another example is a sys-
tem that analyzes any sentence vocalized by the user and
converts the sentence into a character string, whereby pro-
ducing a document from a speech input.

Technologies of speech-based interaction between a robot
and a user are also actively studied and developed. Research-
ers are trying to instruct the robot to perform a certain action
or access many kinds of information via the robot based on
the speech input.

Such systems use a speech recognition technology of con-
verting speech signals to digital data and comparing the data
with predetermined patterns.

With speech recognition technologies, the speeches are
subjected to be incorrectly recognized due to the effect of
environmental noise, quality and volume of the user’s voice,
speed of the speech, and the like. It is difficult to correctly
recognize dialects unless the spoken word is included in a
word dictionary in the system. Furthermore, incorrect recog-
nition can be caused by insufficient speech data and text
corpus that are used to create features, probabilities, and the
like included in standard patterns, word networks, language
models and the like. The incorrect recognition can also be
caused by deletion of correct words due to restricted number
of candidates to reduce the computing load, and by incorrect
pronunciation or rewording by the user.

Because the incorrect recognition can be caused by various
factors, the user needs to change the incorrect portions to
correct character strings by any means. One of the most
reliable and simple approach is use of a keyboard, a pen
device, or the like; however, use of such devices offsets the
hands free feature that is an advantage of the speech input.
Moreover, if the user can use the devices, the speech input is
not required at all.

Another approach is to correct the incorrect portions by the
user vocalizing the sentence again; however, it is difficult to
prevent recurrence of the incorrect recognition only by
rewording the same sentence, and it is stressful for the user to
repeat a long sentence.

To solve the problem, JP-A H11-338493 (KOKAI) and
JP-A 2003-316386 (KOKALI) disclose technologies of cor-
recting an error by vocalizing only a part of the speech that
was incorrectly recognized. According to the technologies,
time-series feature of a first speech is compared with time-
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series feature of a second speech that was spoken later for
correction, and a portion in the first speech that is similar to
the second speech is detected as an incorrect portion. The
character string corresponding to the incorrect portion in the
first speech is deleted from candidates of the second speech to
select the most probable character string for the second
speech, whereby realizing more reliable recognition.

However, the technologies disclosed in JA-A H11-338493
(KOKAI) and JP-A 2003-316386 (KOKALI) are disadvanta-
geous in that the incorrect recognition is likely to recur when
there are homophones or similarly pronounced words.

For example, in Japanese language, there are often a lot of
homophones for a single pronunciation. Furthermore, there
are often a lot of words that are similarly pronounced.

When there are a lot of the homophones and similarly
pronounced words, a suitable word could not be selected from
such words with the speech recognition technologies, and
thus the word recognition was not very accurate.

For this reason, in the technologies disclosed in JA-AH11-
338493 (KOKAI) and JP-A 2003-316386 (KOKAI), the user
needs to repeat vocalizing the same sound until the correct
result is output, increasing the load of correcting process.

SUMMARY OF THE INVENTION

According to one aspect of the present invention, a speech
recognition apparatus includes a semantic-relation storage
unit that stores semantic relation among words and relevance
ratio indicating degree of the semantic relation in association
with each other; a first input accepting unit that accepts an
input of a first speech; a first candidate producing unit that
recognizes the first speech and produces first recognition
candidates and first likelihood of the first recognition candi-
dates; a first-candidate selecting unit that selects one of the
first recognition candidates as a recognition result of the first
speech based on the first likelihood of the first recognition
candidates; a second input accepting unit that accepts an input
of'a second speech including an object word and a clue word,
the object word is contained in the first recognition candi-
dates, the clue word that provides a clue for correcting the
object word; a second candidate producing unit that recog-
nizes the second speech and produces second recognition
candidates and second likelihood of the second recognition
candidates; a word extracting unit that extracts recognition
candidates of the object word and recognition candidates of
the clue word from the second recognition candidates; a sec-
ond-candidate selecting unit that acquires the relevance ratio
associated with the semantic relation between the extracted
recognition candidates of the objected word and the extracted
recognition candidates of the clue word, from the semantic-
relation storage unit, and selects one of the second recogni-
tion candidates as a recognition result of the second speech
based on the acquired relevance ratio; a correction-portion
identifying unit that compares the recognition result of the
first speech with the recognition result of the second speech,
and identifies a portion corresponding to the object word; and
a correcting unit that corrects the identified portion corre-
sponding to the object word.

According to another aspect of the present invention, a
speech recognition method includes accepting a first speech;
recognizing the accepted first speech to produce first recog-
nition candidates and first likelihood of the first recognition
candidates; selecting one of the first recognition candidates
produced for a first speech as the recognition result of the first
speech based on the first likelihood of the first recognition
candidates; accepting a second speech that includes a object
word and a clue word, the object word is contained in the first
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recognition candidates, the clue word that provides a clue for
correcting the object word; recognizing the accepted second
speech to produce second recognition candidates and second
likelihood of the second recognition candidates; extracting
recognition candidates of the object word and recognition
candidates of the clue word from the produced second recog-
nition candidates; acquiring a relevance ratio associated with
the semantic relation between the extracted recognition can-
didates of the object word and the extracted recognition can-
didates of the clue word from a semantic-relation storage unit
that stores therein semantic relation among words and rel-
evance ratio indicating degree of the semantic relation in
association with each other; selecting one of the second rec-
ognition candidates as the recognition result of the second
speech based on the acquired relevance ratio; comparing the
recognition result of the first speech with the recognition
result of the second speech; identifying a portion correspond-
ing to the object word in the first speech; and correcting the
identified portion corresponding to the object word.

A computer program product according to still another
aspect of the present invention causes a computer to perform
the method according to the present invention.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 is a schematic view of a speech recognition appa-
ratus according to a first embodiment of the present invention;

FIG. 2 is a block diagram of the speech recognition appa-
ratus shown in FIG. 1;

FIG. 3 is a view showing an example of a data configuration
of'a phoneme dictionary stored in a phoneme dictionary stor-
age unit;

FIG. 41s a view showing an example of a data configuration
of'a word dictionary stored in a word dictionary storage unit;

FIG. 5 is a view showing an example of a data format of a
phoneme-string candidate group stored in a history storage
unit;

FIG. 6 is a view showing an example of a data format of
word-string candidate group stored in a history storage unit;

FIGS. 7 and 8 are views showing hierarchy diagrams for
explaining relations among words;

FIG. 9 is a view showing an example of data configuration
of'a language model stored in a language model storage unit;

FIG. 10 is a flowchart of a speech recognition process
according to the first embodiment;

FIG. 11 is a flowchart of a correction-candidate selecting
process;

FIG. 12 is a flowchart of a correction-portion identifying
process;

FIG. 13 is a view showing an example of a result of recog-
nizing a first speech;

FIG. 14 is a view showing an example of phoneme-string
candidate group for a second speech;

FIG. 15 is a view showing an example of word-string
candidate group for the second speech;

FIG. 16 is a view showing an example of a result of recog-
nizing the second speech;

FIG. 17 is a view showing a schematic view for explaining
the correction-portion identifying process;

FIGS. 18 and 19 are views showing examples of an input
data, an interim data, and an output data used in the speech
recognition process;

FIG. 20 is a view showing an example of relations between
words based on co-occurrence information;

FIG. 21 is a view showing a schematic view of a speech
recognition apparatus according to a second embodiment;
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FIG. 22 is a block diagram of the speech recognition appa-
ratus shown in FIG. 21;

FIG. 23 is a flowchart of a speech recognition process
according to the second embodiment;

FIG. 24 is a flowchart of a correction-portion identifying
process according to the second embodiment; and

FIG. 25 is a block diagram of hardware in the speech
recognition apparatus according to the first or second
embodiment.

DETAILED DESCRIPTION OF THE INVENTION

Exemplary embodiments of the present invention are
explained below in detail referring to the accompanying
drawings. The present invention is not limited to the embodi-
ments explained below.

A speech recognition apparatus according to a first
embodiment of the present invention accurately recognizes a
speech that is vocalized by a user to correct an incorrectly
recognized speech recognition by referring to semantic
restriction information assigned to a character string cor-
rected by the user.

FIG. 1 is a schematic view of a speech recognition appa-
ratus 100 according to the first embodiment. The speech
recognition apparatus 100 includes a speech input button
101a, a correcting-speech input button 1015, a microphone
102, and a display unit 103. The speech input button 1014 is
pressed by the user to input a speech. The correcting-speech
input button 1015 is pressed by the user to input a speech for
correction when the character string recognized from the
speech includes an error. The microphone 102 accepts the
speech vocalized by the user in the form of electrical signals.
The display unit 103 displays the character string indicating
words recognized as the speech input by the user.

FIG. 2 is a block diagram of the speech recognition appa-
ratus 100 according to the first embodiment. The speech
recognition apparatus 100 includes hardware such as a pho-
neme-dictionary storage unit 121, a word-dictionary storage
unit 122, a history storage unit 123, a semantic-relation stor-
age unit 124, and a language-model storage unit 125 in addi-
tion to the speech input button 101a, the correcting-speech
input button 1015, the microphone 102, and the display unit
103.

The speech recognition apparatus 100 further includes
software such as a button-input accepting unit 111, a speech-
input accepting unit 112, a feature extracting unit 113, a
candidate producing unit 114, a first-candidate selecting unit
115a, a second-candidate selecting unit 1155, a correction-
portion identifying unit 116, a correcting unit 117, and an
output control unit 118, and a word extracting unit 119.

The phoneme-dictionary storage unit 121 stores therein a
phoneme dictionary including standard patterns of feature
data of each phoneme. The phoneme dictionary is similar to
dictionaries generally used in a typical speech recognition
process based on Hidden Markov Model (HMM), and
includes time-series features associated with each phonetic
label. The time-series features can be compared in the same
manner as with the time-series features output by the feature
extracting unit 113 to be described later.

FIG. 3 is aview showing an example of a data configuration
of the phoneme dictionary stored in the phoneme-dictionary
storage unit 121. As shown in FIG. 3, the phoneme dictionary
indicates each of the time-series features in the form of finite
automaton that includes nodes and directed links.

Each node expresses the status of the collation. For
example, the nodes i1, 12, and i3 corresponding to the pho-
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neme “i” indicate different statuses. Each directed link is
associated with a feature (not shown) that is a subelement of
the phoneme.

The word-dictionary storage unit 122 stores therein a word
dictionary including word information to be compared with
the input speech. The word dictionary is similar to the dictio-
naries used in the HMM-based speech recognition process,
includes phoneme strings corresponding to each word in
advance, and is used to find a word corresponding to each
phoneme string obtained by collation based on the phoneme
dictionary.

FIG. 41s a view showing an example of a data configuration
of the word dictionary stored in the word-dictionary storage
unit 122. The word dictionary stores therein the words, the
phoneme strings that form each of the words, and probabili-
ties of appearance of the words, associated with one another.

The appearance probability is used when the second-can-
didate selecting unit 11556 determines the result of recogniz-
ing the speech input for correction, which is a value computed
in advance based on a huge amount of speech data and text
corpus.

The history storage unit 123 stores therein many kinds of
interim data output during the speech recognition process.
The interim data includes phoneme-string candidate groups
indicating phoneme string candidates selected by referring to
the phoneme dictionary and word-string candidate groups
indicating word string candidates selected by referring to the
word dictionary.

FIG. 5 is a view showing an example of a data format of the
phoneme-string candidate group stored in the history storage
unit 123. As shown in FIG. 5, the phoneme string candidates
are expressed in the form of a lattice structure. An “H” indi-
cates a head node and an “E” indicates an end node of the
lattice structure, neither of which includes any corresponding
phoneme or word.

For the first part of the speech, a-phoneme string of “ichiji”
that means one o’clock in Japanese and another phoneme
string “shichiji” that means seven o’clock in Japanese are
output as candidates.

FIG. 6 is a view showing an example of a data format of the
word-string candidate group stored in the history storage unit
123. As shown in FIG. 6, the word string candidates are also
expressed in the form of the lattice structure. The “H” indi-
cates the head node and the “E” indicates the end node of the
lattice structure.

For the first part of the speech, words including “ichiji” that
means one o’clock in Japanese, “ichiji” that means a single
letter in Japanese, and “shichiji” that means seven o’clock in
Japanese are output as candidates.

Although not shown in the phoneme-string candidate
group and the word-string candidate group in FIGS. 5 and 6,
a level of similarity with the corresponding part of the speech
is also stored in association with the node corresponding to
each phoneme or word. In other words, each node is associ-
ated with the similarity level that is the likelihood indicating
the probability of the node for the speech.

The semantic-relation storage unit 124 stores therein
semantic relation among the words and level of the semantic
relation associated with each other, and can take a form of a
thesaurus in which the conceptual relations among the words
are expressed in hierarchical structures.

FIG. 7 is a hierarchy diagram for explaining relations
among the words. In FIG. 7, “LIBRARY”, “MUSEUM”, and
the like are associated with “CURATOR” as related words.
“CURATOR” and “SEA CAPTAIN” are semantically asso-
ciated with “POSITION” under hierarchical notion.
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A relevance ratio (rel) is assigned to each of the semantic
relations. The value of “rel” is no less than zero and no more
than one, and a larger value indicates a higher degree of the
relation.

The semantic relation also includes any relations of syn-
onyms, quasi-synonyms, and the like listed in a typical the-
saurus. The hierarchical structures of the relations are actu-
ally stored in the semantic-relation storage unit 124 in the
form of a table and the like.

FIG. 8 is another hierarchy diagram for explaining rela-
tions among the words. In FIG. 8, “NOON”, “EVENING”,
and “NIGHT” are semantically associated with “TIME”
under the hierarchical notion. Moreover, “FOUR
O’CLOCK”, “FIVE O’CLOCK”, “SIX O’CLOCK”,
“SEVEN O’CLOCK” and so on are semantically associated
with “EVENING” under the hierarchical notion.

The language-model storage unit 125 stores therein lan-
guage models that include the connection relation among
words and the degree of the relation associated with each
other. The language model is similar to the models used in the
HMM-based speech recognition process, and used to select
the most probable word string from the interim data.

FIG. 9 is a view showing an example of the data configu-
ration of the language model stored in the language-model
storage unit 125. In FIG. 9, the language model is based on a
bi-gram that focuses on a relation between two words, and an
appearance probability that the two words appear in succes-
sion is used as the degree of the connection relation.

The language model associates the two words (a first word
and a second word) with the appearance probability. The
appearance probability is computed in advance by analyzing
the huge amount of text corpus. The language model is not
limited to the bi-gram, and the language model can be based
on a tri-gram that focuses on the relation among three words
and the like.

The phoneme-dictionary storage unit 121, the word-dictio-
nary storage unit 122, the history storage unit 123, the seman-
tic-relation storage unit 124, and the language-model storage
unit 125 can take a form of any common recording medium
such as a hard disk drive (HDD), an optical disk, a memory
card, a random access memory (RAM), and the like.

The button-input accepting unit 111 accepts operations of
pressing and releasing of the speech input button 101a and the
correcting-speech input button 1015, whereby accepting a
specified start point and end point of a part of the speech
accepted by the speech-input accepting unit 112. More spe-
cifically, the button-input accepting unit 111 accepts time
duration in which the speech input button 101 or the correct-
ing-speech input button 1015 is pressed for a time longer than
a predetermined time. The speech is recognized during the
time duration, whereby the speech recognition process can be
performed based on so-called Push-to-Talk system.

The speech-input accepting unit 112 receives the speech
input by the user from the microphone 102, converts it into
electrical signals, and outputs the electrical signals to the
feature extracting unit 113. More specifically, the speech-
input accepting unit 112 converts the received speech into the
electrical signals, performs an analog-digital (A/D) conver-
sion on the electrical signals, and outputs digital data con-
verted by pulse code modulation (PCM). The process can be
performed in the same manner as the conventional digitaliza-
tion of speech signals.

The speech accepted by the speech-input accepting unit
112 while the speech input button 101« is being pressed is
referred to as a first speech. The speech input to correct the
first speech and accepted by the speech-input accepting unit
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112 while the correcting-speech input button 1015 is being
pressed is referred to as a second speech.

The feature extracting unit 113 extracts acoustic features of
a speech for identifying phonemes by means of frequency
spectral analysis based on fast Fourier transformation (FFT)
performed on the digital data output from the speech-input
accepting unit 112.

With the frequency spectral analysis, continued speech
waveforms are divided at the very short time period, the
features in the target time period are extracted, the time period
of the analysis is sequentially shifted, and thereby the time-
series features can be acquired. The feature extracting unit
113 can be performed by the extracting process using any of
the conventional methods such as the linearity prediction
analysis and cepstrum analysis as well as the frequency spec-
tral analysis.

The candidate producing unit 114 produces a probable
phoneme-string candidate group and a probable word-string
candidate group for the first or second speech using the pho-
neme dictionary and the word dictionary. The candidate pro-
ducing unit 114 can produce the candidates in the same man-
ner as the conventional speech recognition process based on
the HMM.

More specifically, the candidate producing unit 114 com-
pares the time-series features extracted by the feature extract-
ing unit 113 with the standard patterns stored in the phoneme
dictionary, and shifts the status expressed by the node accord-
ing to the corresponding directed link, whereby selecting
more similar phonemic candidates.

It is difficult to select only one phoneme because the stan-
dard pattern registered in the phoneme dictionary is generally
different from the actual speech input by the user. The candi-
date producing unit 114 produces no more than a predeter-
mined number of the most similar phonemes assuming that
the candidates will be narrowed down later.

Moreover, the candidate producing unit 114 can produce
the candidates by deleting a word or a character string speci-
fied in the first speech from the recognized second speech as
described in JP-A 2003-316386 (KOKAID).

The first-candidate selecting unit 115a selects the most
probable word string for the first speech from the word-string
candidate group for the first speech output from the candidate
producing unit 114. The conventional HMM-based speech
recognition technology can also be used in this process. The
HMM-based technology uses the language model stored in
the language-model storage unit 125 to select the most prob-
able word string.

As described above, a language model is associated with
the first word, the second word, and the appearance probabil-
ity of the two words juncturally. Therefore, the first-candidate
selecting unit 115a can compare the appearance probabilities
of pairs of the words in the word-string candidate group for
the first speech, and select a most probable pair of words that
have the largest probability.

The word extracting unit 119 extracts a word for acquiring
the semantic relations from the word-string candidate group
for the second speech output from the candidate producing
unit 114.

The second-candidate selecting unit 1155 selects the most
probable word string for the second speech from the word-
string candidate group for the second speech output from the
candidate producing unit 114. The second-candidate select-
ing unit 1155 performs a simple process of examining rela-
tions with only adjacent segments using the thesaurus to
select the word string. This is because a short phrase is input
for correction and it is needless to assume examining a com-
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plicated sentence. This process can be realized by using Vit-
erbi algorithm, which is a sort of dynamic programming.

More specifically, the second-candidate selecting unit
1156 acquires the semantic relations among the words
extracted by the word extracting unit 119 by referring to the
semantic-relation storage unit 124, and selects a group of
words that are the most strongly semantically related as the
most probable word string. At this time, the second-candidate
selecting unit 1155 considers the probability of the language
model in the language-model storage unit 125, the similarity
to the second speech, and the appearance probability of the
words stored in the word-dictionary storage unit 122 to select
the most probable word string.

The correction-portion identifying unit 116 refers to the
word string selected by the second-candidate selecting unit
11554 and the first speech and the second speech stored in the
history storage unit 123, and identifies a portion to be cor-
rected (hereinafter, “correction portion”) in the first speech.
More specifically, the correction-portion identifying unit 116
at first selects a word present in an attentive area from each of
the word string candidates for the second speech. The atten-
tive area is where a modificand is present. In Japanese, the
modificand is often a last word or a compound consisting of a
plurality of nouns, which is regarded as the attentive area. In
English, an initial word or compound is regarded as the atten-
tive area because a modifier usually follows the modificand
with a preposition such as “of”” and “at” in between.

The correction-portion identifying unit 116 then acquires
the phoneme-string candidate group for the second speech
that corresponds to the attentive area from the history storage
unit 123, and compares each of them to the phoneme-string
candidate group for the first speech, whereby identifying the
correction portion in the first speech.

The correcting unit 117 corrects a partial word string in the
correction portion identified by the correction-portion iden-
tifying unit 116. More specifically, the correcting unit 117
corrects the first speech by replacing the correction portion of
the first speech with the word string that corresponds to the
attentive area of the second speech.

Moreover, the correcting unit 117 can replace the correc-
tion portion of the first speech with the word string that
corresponds to the entire second speech.

The output control unit 118 controls the process of display-
ing the word string on the display unit 103 as a result of the
recognition of the first speech output by the first-candidate
selecting unit 115a. The output control unit 118 also displays
the word string on the display unit 103 as a result of the
correction by the correcting unit 117. The output control unit
118 is not limited to output the word strings to the display unit
103. The output control unit 118 can use an output method
such as outputting a voice synthesized from the word string to
a speaker (not shown), or any other method conventionally
used.

Next, the above mentioned speech recognition process
using the speech recognition apparatus 100 according to the
first embodiment will be explained. FIG. 10 is a flowchart of
an overall procedure in a speech recognition process accord-
ing to the first embodiment.

First, the button-input accepting unit 111 accepts a press-
ing operation of the speech input button 1014 or the correct-
ing-speech input button 1015 (step S1001).

Then, the speech-input accepting unit 112 receives the
input of the first speech (step S1002). The feature extracting
unit 113 extracts acoustic features of the first speech (step
S1003) received by the speech-input accepting unit 112. The
feature extracting unit 113 uses the frequency spectral analy-
sis or the like to extract the acoustic features.
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Next, the candidate producing unit 114 produces a prob-
able word-string candidate group for the first speech by refer-
ring to the phoneme dictionary stored in the phoneme-dictio-
nary storage unit 121 and the word dictionary stored in the
word-dictionary storage unit 122 and comparing the
extracted features with the standard patterns registered in the
dictionaries (step S1004).

Then, the speech-input accepting unit 112 determines
whether the speech is input while the speech input button
101a is being pressed (step S1005). In other words, the
speech-input accepting unit 112 determines whether the input
speech is the first speech or the second speech for the correc-
tion of the first speech.

If'the speech is input while the speech input button 101a is
being pressed (YES at step S1005), the first-candidate select-
ing unit 115a refers to the language models and selects the
most probable word string as the recognition result of the first
speech (step S1006). More specifically, the first-candidate
selecting unit 115a picks two words from the word-string
candidate group, acquires a pair of the words having the
highest appearance probability by referring to the language
models stored in the language-model storage unit 125, and
selects the acquired pair of the words as the most probable
words.

Next, the output control unit 118 displays the selected word
string on the display unit 103 (step S1007). The user checks
the word string on the display unit 103 and, if any correction
is required, inputs the second speech while pressing the cor-
recting-speech input button 1015. The second speech is
accepted by the speech-input accepting unit 112, and word
string candidates are produced (steps S1001 to S1004).

In this case, because the speech-input accepting unit 112
determines that the speech was input while the speech input
button 101a is not being pressed (NO at step S1005), the
second-candidate selecting unit 1155 performs a correction-
candidate selecting process to select the most probable word
string from the word string candidates (step S1008). The
correction-candidate selecting process will be explained
later.

The correction-portion identifying unit 116 performs a
correction-portion identifying process to identify a portion of
the first speech to be corrected by the second speech (step
S1009). The correction-portion identifying process will be
explained later.

The correcting unit 117 corrects the correction portion
identified at the correction-candidate selecting process (step
S1010). The output control unit 118 then displays the correc-
tion word string on the display unit 103 (step S1011), and thus
the speech recognition process terminates.

Next, the correction-candidate selecting process at step
S1008 will be explained in detail. FIG. 11 is a flowchart of an
overall procedure in the correction-candidate selecting pro-
cess. In FIG. 11, the word string candidates are selected
herein using the Viterbi algorithm.

First, the second-candidate selecting unit 1155 initializes a
position of a word pointer and an integration priority (IP)
(step S1101).

The position of the word pointer is a piece of information
indicating the node position in a lattice structure as shown in
FIG. 6, and herein the pointer position is initialized to the
head node. The integration priority is the integrated value of
the priority computed to select the most probable word string,
and initialized herein to one.

The word extracting unit 119 acquires a word right before
the pointer position (step S1102). Assuming that the number

10
of word candidates right before the pointer position is j, the
acquired words are indicated as Wel, We2, . .., Wej (j is an

integer).

The word extracting unit 119 acquires a word at the pointer
position (step S1103). Assuming that the number of word
candidates at the pointer position is i, the acquired words are
indicated as Ws1, Ws2, . .., Wsi (i is an integer).

The second-candidate selecting unit 1155 selects a pair of
the Wem (m is an integer larger than zero and equal to or
smaller than j) and the Wsn (n is an integer larger than zero
and equal to or smaller than i) (step S1104), and performs the
processes in steps S1105 to S1108.

The second-candidate selecting unit 1156 computes a
value of semantic-relation conjunction likelihood between
the Wem and the Wsn (hereinafter, “Sim(Wsn,Wem)”) (step
S1105). The semantic-relation conjunction likelihood is a
value indicating a relevance ratio between a self-sufficient
word before and nearest the Wem and the Wsn (hereinafter,
“pre,(Wem)”), which is computed by the following equation
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Sim(Wsn, Wem)=argmax;(rel(Wsn,pre;{ Wem))) (€8]

The argmax( ) indicates a function that computes the maxi-
mum value of the numeric in the parentheses, and the rel
(X,Y) indicates the relevance ratio of the semantic relation
between the word X and the word Y. Whether the word is a
self-sufficient word is determined by referring to an analysis
dictionary (not shown) using a conventional technology of
morphologic analysis and the like.

Next, the second-candidate selecting unit 1155 computes a
value of conjunction priority (CP) between the Wem and the
Wsn (step S1106). The conjunction priority indicates a
weighted geometric mean of the probability of language
models of the Wem and the Wsn (hereinafter, “P(WsnlWem)
) and the semantic-relation conjunction likelihood (herein-
after, “Sim”). The conjunction priority is computed by the
following equation (2).

CP=P(Wsn|Wem)hxSim(Wsn, Wem)\ ™ (0=A=1) 2)

The second-candidate selecting unit 1156 computes a
value of the word priority (WP) of the Wsn (step S1107). The
word priority indicates the weighted geometric mean of the
similarity to the speech (hereinafter, “SS(Wsn)”) and the
appearance probability of the Wsn (hereinafter, “AP(Wsn)”),
which is computed by the following equation (3).

WP=SS(Wsn)ux AP(Wsn)u™ (0=p=1) (3)

The second-candidate selecting unit 1156 computes a
product of the priorities IP, AP, and WP (hereinafter, “TPmn”)
based on the following equation (4) (step S1108).

TPmn=IPx APx WP )

The second-candidate selecting unit 11556 determines
whether all the pairs have been processed (step S1109). If not
all the pairs have been processed (NO at step S1109), the
second-candidate selecting unit 1155 selects another pair and
repeats the process (step S1104).

If all the pairs have been processed (YES at step S1109),
the second-candidate selecting unit 1155 substitutes the larg-
est value within the computed TPmn values for the IP and
selects a corresponding link between Wem and Wsn (step
S1110).

When the nearest self-sufficient word is located before the
Wem, the second-candidate selecting unit 1155 selects a link
to a self-sufficient word whose rel(Wsn,pre,(Wem)) value is
the largest.
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The second-candidate selecting unit 11556 then advances
the pointer position to the next word (step S1111), and deter-
mines whether the pointer position reaches the end of the
sentence (step S1112).

If'the pointer position is not at the end of the sentence (NO
at step S1112), the second-candidate selecting unit 1155
repeats the process at the pointer position (step S1102).

If the pointer position is at the end of the sentence (YES at
step S1112), the second-candidate selecting unit 1155 selects
the word string on the linked path as the most probable cor-
rection-word string (step S1113), and thus the correction-
candidate selecting process terminates.

Next, the correction-portion identifying process at step
S1009 will be explained in detail. FIG. 12 is a flowchart of an
overall procedure in a correction-portion identifying process
according to the first embodiment.

Fitst, the correction-portion identifying unit 116 acquires
phoneme strings corresponding to the attentive area in the
second speech from the phoneme string candidates (step
S1201). A group of the acquired phoneme strings is referred
to as {Si}.

The correction-portion identifying unit 116 acquires pho-
neme strings of the first speech from the history storage unit
123 (step S1202). The correction-portion identifying unit 116
detects a portion of the acquired phoneme string of the first
speech that is the most similar to the phoneme string in the
group of phoneme strings {Si} and then specifies it as the
correction portion (step S1203).

Next, a specific example of the speech recognition process
according to the first embodiment will be explained. FIG. 13
is a view showing an example of the result of recognizing the
first speech. FIG. 14 is a view showing an example of the
phoneme-string candidate group for the second speech. FIG.
15 is a view showing an example of the word-string candidate
group for the second speech.

In the example shown in FIG. 13, the user vocalizes the first
speech that means “please make a reservation at seven
o’clock” in Japanese, and the sentence is incorrectly recog-
nized as “please make a reservation at one o’clock”.

The user speaks a Japanese phrase that means “seven
o’clock in the evening” as the second speech to correct the
first speech. In this example, the phoneme string candidates
shown in FIG. 14 and the word string candidates shown in
FIG. 15 are acquired.

When the tri-gram can be employed as the language model,
three articulated words 1501 (yu-gata), 1504 (no), and 1507
(shichiji) that mean “seven o’clock in the evening” present
high appearance probability. It is unlikely that the word 1502
that means a Japanese summer kimono or the word 1503 that
means “Yukatan™” (geographical name) in Mexico is used
along with any of the words 1505 that means “one o’clock”,
1506 that means “a single letter”, and 1507 that means “seven
o’clock”.

In this manner, when the tri-gram can be used as the lan-
guage model, an appropriate word-string candidate can be
selected using the probability of the language model as in the
conventional technology.

However, because the tri-gram involves a huge number of
combinations, there are issues that the construction of the
language models requires a huge amount of text data and that
the data of the language models is very large. To take care of
such issues, sometimes the bi-gram that articulates two words
is used as the language model. When the bi-gram is used, it is
not possible to narrow down the appropriate word strings
from the word string candidates shown in FIG. 15.

On the other hand, according to the first embodiment, the
appropriate word string can be selected using the thesaurus
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that expresses the semantic relation between the self-suffi-
cient word right before a certain word and the certain word,
such as the hierarchical relation, the partial-or-whole relation,
the synonym relation, and the related-word relation.

FIG. 16 is a view showing an example of the result of
recognizing the second speech selected by the second-candi-
date selecting unit 1155 in such a process.

After the recognition result of the second speech is selected
as shown in FIG. 16, the correction-portion identifying unit
116 performs the correction-portion identifying process (step
$1009).

FIG. 17 is a schematic view for explaining the correction-
portion identifying process. The top portion in FIG. 17
includes word strings and phoneme strings that correspond to
the first speech, the middle portion in FIG. 17 includes word
strings and phoneme strings that correspond to the second
speech, and the bottom portion in FIG. 17 includes correction
results. While the link information in the word strings is
omitted from the word strings in FIG. 17 for simplification,
the word strings and correction word strings are actually
configured as shown in FIGS. 13 and 16, and the phoneme
strings and the phoneme string candidates are configured as
shown in FIG. 5.

Inthe example shown in FIG. 17, “shichiji” and “ichiji” are
acquired as the phoneme string candidates for the second
speech corresponding to the attentive area (step S1201). By
comparing the acquired phoneme string candidates with the
phoneme string “ichiji-de-yoyaku-wo-onegai-shi-masu” that
corresponds to the first speech, it is found that the phoneme
string candidates correspond to “ichiji”. This confirms that
the word 1701 (ichiji) is the correction portion (step S1203).

The correcting unit 117 then performs the correcting pro-
cess (step S1010). For the first speech, the Japanese sentence
that means “please make a reservation at one o’clock™ was
incorrectly selected as the recognition result (see FIG. 13).
However, as shown in FIG. 17, by replacing the word that
means “one o’clock” with the word that means “seven
o’clock” included in the attentive area of the correction word
string that means “seven o’clock in the evening”, the correct
word string that means “please make a reservation at seven
o’clock” is acquired.

While only the attentive area is replaced in this example,
the correction portion identified by the correction-portion
identifying unit 116 can be replaced by the whole correction
word string. For example, in this case, the word that means
“one o’clock” can be replaced by the correction word string
that means “seven o’clock in the evening” to acquire a word
string that means “please make a reservation at seven o’clock
in the evening”.

Next, another example of the speech recognition process
according to the first embodiment will be explained. FIGS. 18
and 19 are views showing examples of an input data, an
interim data, and an output data used in the speech recogni-
tion process.

Inthe example shown in FIG. 18, the user inputs a Japanese
sentence 1801 that means “I want to meet the curator”, and the
recognition result 1802 is output. A word 1811 that means the
curator is incorrectly recognized as a word 1812 that means a
“sea captain”.

When the user inputs a Japanese phrase 1803 that means
the “curator of the museum”, the word is correctly recognized
and the recognition result 1804 is output.

Inthe example shown in FIG. 19, the user inputs an English
sentence 1901 that means “the brake was broken”, and a
recognition result 1902 is output. A word 1911 that means
“brake” is incorrectly recognized as a word 1912 that means
“break”.
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When the user inputs an English phrase 1903 that means
“this car’s brake”, the word in the correction portion is cor-
rectly recognized and the recognition result 1904 is output.

Next, a modified example according to the first embodi-
ment will be explained. While the examples described above
use the semantic relations such as the hierarchical relation,
the partial-or-whole relation, the synonym relation, and the
related-word relation, the speech recognition apparatus 100
can also use information of co-occurrence relation between
words (hereinafter, “co-occurrence information”). The co-
occurrence information means a numerical value of the prob-
ability that certain two words are used together (hereinafter,
“co-occurrence probability”).

For example, a word that means “tasty” and a word that
means “coffee” are supposed to be frequently used together,
and aword that means “hot” and the word that means “coffee”
are also supposed to be frequently used together. The pairs
have high co-occurrence probability. On the other hand, a
word that means “sweltering” and the word that means “cof-
fee” are supposed to be seldom used together, and therefore
this pair has low co-occurrence probability.

FIG. 20 is a view showing an example of relations between
words based on the co-occurrence information. The co-oc-
currence probability of the pair of a first word that means
“tasty” and a second word that means “coffee” is 0.7, which
is higher than that of other pairs.

The co-occurrence information is acquired by analyzing a
huge amount of text data and stored in the semantic-relation
storage unit 124 in advance. The co-occurrence information
can be used instead of the relevance ratio (rel) when the
second-candidate selecting unit 1155 selects candidates for
the second speech.

As described above, the speech recognition apparatus
according to the first embodiment recognizes the speech
vocalized by the user for the correction of the incorrect rec-
ognition taking into account the semantically restricting
information that the user adds to the correcting character
string. In this manner, the correct word can be identified with
reference to the semantic information even when the correct
word has many synonyms and similarly pronounced words
with increased accuracy of the speech recognition. This
reduces load of correction on the user when the speech is
incorrectly recognized.

A speech recognition apparatus according to a second
embodiment uses a pointing device such as a pen to specify
the correction portion.

FIG. 21 is a schematic view of a speech recognition appa-
ratus 2100 according to the second embodiment. The speech
recognition apparatus 2100 includes a pointing device 2204
and a display unit 2203. The display unit 2203 such as a
display panel displays a character string corresponding to a
word string as a recognition result of a speech input by a user.

The pointing device 2204 is used to indicate the character
string and the like displayed on the display unit 2203, and
includes the microphone 102 and the speech input button
101a. The microphone 102 accepts the voice of the user in the
form of electrical signals. The speech input button 101a is
pressed by the user to input speech.

The display unit 2203 further includes a function of accept-
ing an input from the pointing device 2204 through the touch
panel. A portion specified to be incorrect is marked with an
underline 2110 or the like as shown in FIG. 21.

The second embodiment is different from the first embodi-
ment in that the speech recognition apparatus 2100 does not
include the correcting-speech input button 10156. Because a
speech input just after the incorrect portion is specified by the
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pointing device 2204 is determined to be the second speech,
the speech recognition apparatus 2100 requires only one but-
ton to input speeches.

Data of the speech input from the microphone 102 provide
on the pointing device 2204 is transmitted to the speech
recognition apparatus 2100 using a wireless communication
system or the like that is not shown.

FIG. 22 is a block diagram showing a constitution of the
speech recognition apparatus 2100. As shown in FIG. 22, the
speech recognition apparatus 2100 includes hardware such as
the speech input button 101a, the microphone 102, the display
unit 2203, the pointing device 2204, the phoneme-dictionary
storage unit 121, the word-dictionary storage unit 122, the
history storage unit 123, the semantic-relation storage unit
124, and the language-model storage unit 125.

Moreover, the speech recognition apparatus 2100 includes
software such as the button-input accepting unit 111, the
speech-input accepting unit 112, the feature extracting unit
113, the candidate producing unit 114, the first-candidate
selecting unit 115a, the second-candidate selecting unit 1155,
a correction-portion identifying unit 2216, the correcting unit
117, the output control unit 118, a word extracting unit 119,
and a panel-input accepting unit 2219.

The software configuration according to the second
embodiment is different from that of the first embodiment in
that the panel-input accepting unit 2219 is added and that the
correction-portion identifying unit 2216 functions difterently
from the correction-portion identifying unit 116. Because
other units and functions are same as those shown in FIG. 2,
the same reference numerals are assigned thereto and the
explanations thereof are omitted.

The panel-input accepting unit 2219 accepts the specifica-
tion of the incorrect portion input by the pointing device 2204
on the display unit 2203.

The correction-portion identifying unit 2216 identifies a
correction portion on a character string of the first speech in
the proximity of the portion specified by the pointing device
2204 to be corrected (correction-specified portion). The prox-
imity of the correction-specified portion indicates a predeter-
mined range either one or both of before and after the correc-
tion-specified portion.

While the correction-portion identifying unit 116 accord-
ing to the first embodiment compares the second speech with
all parts of the first speech to identify the correction portion,
the correction-portion identifying unit 2216 according to the
second embodiment identifies the correction portion in the
minimum range by referring to the specification input by the
pointing device 2204. This improves the processing speed
and the search accuracy.

The speech recognition process by the speech recognition
apparatus 2100 according to the second embodiment will be
explained. FIG. 23 is a flowchart of an overall procedure in a
speech recognition process according to the second embodi-
ment.

The panel-input accepting unit 2219 accepts the specifica-
tion of the correction portion input by the pointing device
2204 (step S2301). The panel-input accepting unit 2219
accepts the input only when the second speech is to be input
for correction.

The button-input accepting unit 111 accepts a pressing
operation of the speech input button 101a (step S2302).

The process of accepting and recognizing the first speech
and the process of outputting the recognition result in the
steps 52303 to S2305 are the same processes as performed in
the steps S1002 to S1004 in FIG. 10, and the explanation
thereof is omitted here.
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After the candidate producing unit 114 produces the can-
didates for the word string in the step S2305, the speech-input
accepting unit 112 determines whether the input is performed
after the specification of the correction portion was input (step
S2306). The speech-input accepting unit 112 determines
whether the input speech is the first speech or the second
speech based on the result of the step S2306. More specifi-
cally, the speech-input accepting unit 112 determines that the
speech is the second speech if it was input with the speech
input button 1014 pressed after the correction portion is speci-
fied by the pointing device 2204, and that the speech is the
first speech otherwise.

The first-candidate selecting process, the output control-
ling process, and the second-candidate selecting process in
the steps S2307 to S2309 are the same processes as performed
in the steps S1006 to S1008 in FIG. 10, and the explanation
thereof is omitted here.

After the recognition result of the second speech is selected
in the step S2309, the correction-portion identifying unit
2216 performs the correction-portion identifying process
(step S2310). The correction-portion identifying process will
be explained in detail below.

The correction process and the recognition-result output
process in the steps S2311 and S2312 are the same processes
as performed in the steps S1010 and S1011in FIG. 10, and the
explanation thereof is omitted here.

Next, the correction-portion identifying process in the step
S2310 will be explained in detail. FIG. 24 is a flowchart of an
overall procedure in the correction-portion identifying pro-
cess according to the second embodiment.

The phoneme-string acquiring process in the step S2401 is
the same process as performed in the step S1201 in FIG. 12,
and the explanation thereof is omitted here.

After acquiring the phoneme string of the second speech
corresponding to the attentive area from the phoneme string
candidates in the step S2401, the correction-portion identify-
ing unit 2216 acquires a phoneme string corresponding to the
correction-specified portion or the proximity thereof in the
first speech from the history storage unit 123 (step S2402).

In the example shown in FIG. 21, the correction-portion
identifying unit 2216 acquires a phoneme string correspond-
ing to a word 2111 that is included in the correction-specified
portion marked with the underline 2110 and that means “one
o’clock”. Moreover, the correction-portion identifying unit
2216 acquires another phoneme string corresponding to a
word 2112 in the proximity of the correction-specified por-
tion.

The process of detecting the similar portion in the step
S2403 is the same process as performed in the step S1203 in
FIG. 12, and the explanation thereof is omitted here.

As described above, with the speech recognition apparatus
according to the second embodiment, the correction portion
can be specified using the pointing device such as a pen, and
the correction portion can be identified in the proximity of the
specified portion so that the identified portion is corrected.
This ensures the correction of the incorrectly recognized
speech without increasing an load on the user.

FIG. 25 is a block diagram of hardware in the speech
recognition apparatus according to the first or second
embodiment.

The speech recognition apparatus according to the first or
second embodiment includes a control unit such as a central
processing unit (CPU) 51, storage units such as a read only
memory (ROM) 52 and a RAM 53, a communication inter-
face (I/F) 54 connected to a network for communication, and
a bus 61 that connects the units one another.
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A speech recognition program executed on the speech rec-
ognition apparatus is stored in the ROM 52 or the like in
advance.

The speech recognition program can also be recorded in a
computer-readable recording medium such as a compact disk
read only memory (CD-ROM), a flexible disk (FD), a com-
pactdisk recordable (CD-R), or a digital versatile disk (DVD)
in an installable format or an executable format.

The speech recognition program can otherwise be stored in
a computer connected to a network such as the Internet so that
the program is available by downloading it via the network.
The speech recognition program can be provided or distrib-
uted through the network such as the Internet.

The speech recognition program includes modules of the
panel-input accepting unit, the button-input accepting unit,
the speech-input accepting unit, the feature extracting unit,
the candidate producing unit, the first-candidate selecting
unit, the second-candidate selecting unit, a correction-portion
identifying unit, the correcting unit, and the output control
unit as mentioned above. The units are loaded and generated
on a main storage unit by reading and performing the speech
recognition program from the ROM 52 by the CPU 51.

Additional advantages and modifications will readily
occur to those skilled in the art. Therefore, the invention in its
broader aspects is not limited to the specific details and rep-
resentative embodiments shown and described herein.
Accordingly, various modifications may be made without
departing from the spirit or scope of the general inventive
concept as defined by the appended claims and their equiva-
lents.

What is claimed is:

1. A speech recognition apparatus comprising:

a semantic-relation storage unit that stores semantic rela-
tion among words and relevance ratio indicating degree
of the semantic relation in association with each other;

a first input accepting unit that accepts an input of a first
speech;

a first candidate producing unit that recognizes the first
speech and produces first recognition candidates and
first likelihood of the first recognition candidates, the
first recognition candidates containing a phoneme-
string candidate and a word candidate;

a first-candidate selecting unit that selects one of the first
recognition candidates as a recognition result of the first
speech based on the first likelihood of the first recogni-
tion candidates;

a second input accepting unit that accepts an input of a
second speech including an object word and a clue word,
wherein the first speech includes the object word, the
first speech does not include the clue word, and the
recognition result of the first speech does not include the
object word, and wherein the clue word provides the clue
for recognizing the object word and for correcting a
portion of the recognition result of the first speech which
corresponds to the object word;

a second candidate producing unit that recognizes the sec-
ond speech and produces second recognition candidates
and second likelihood of the second recognition candi-
dates;

a word extracting unit that extracts recognition candidates
ofthe object word and recognition candidates of the clue
word from the second recognition candidates;

a second-candidate selecting unit that acquires the rel-
evance ratio associated with the semantic relation
between the extracted recognition candidates of the
object word and the extracted recognition candidates of
the clue word, from the semantic-relation storage unit,
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and selects one of the second recognition candidates as a
recognition result of the second speech based on the
acquired relevance ratio;

a correction-portion identifying unit that compares a pho-
neme-string contained in the recognition result of the
first speech with a phoneme-string contained in the rec-
ognition candidates of the object word extracted by the
word extracting unit, and identifies a portion corre-
sponding to the object word; and

a correcting unit that corrects the identified portion corre-
sponding to the object word with a portion that contains
the object word and that is contained in the recognition
result of the second speech.

2. The speech recognition apparatus according to claim 1,
wherein the recognition candidates of the object word include
first words, the recognition candidates of the clue word
include second words, and the second-candidate selecting
unit selects a first word and a second word from the first words
and the second words, respectively having the relevance ratio
associated with the semantic relation between the first word
and the second word being maximum, and selects the recog-
nition result of the second speech that includes the selected
first word and the selected second word.

3. The speech recognition apparatus according to claim 1,
further comprising:

a language model storage unit that stores therein language
models that associate a connection relation among
words with degree of the connection relation, wherein

the second-candidate selecting unit further acquires the
degree of the connection relation associated with the
connection relation between the extracted recognition
candidates of the object word and the extracted recog-
nition candidates of the clue word, and selects the rec-
ognition result of the second speech based on the
acquired degree of the connection relation and the rel-
evance ratio.

4. The speech recognition apparatus according to claim 1,
wherein the second-candidate selecting unit selects the rec-
ognition result of the second speech based on the second
likelihood of the second recognition candidates and the rel-
evance ratio.

5. The speech recognition apparatus according to claim 1,
further comprising:

a word-dictionary storage unit that stores words and an
appearance probability of the words associated with
each other, wherein

the second-candidate selecting unit further acquires the
appearance probability associated with the recognition
candidates of the object word, and selects the recogni-
tion result of the second speech based on the acquired
appearance probability and the relevance ratio.

6. The speech recognition apparatus according to claim 1,

wherein

the semantic-relation storage unit stores a hierarchical rela-
tion of semantic contents among the words and the rel-
evance ratio associated with each other, and

the second-candidate selecting unit acquires from the
semantic-relation storage unit the relevance ratio asso-
ciated with the hierarchical relation of semantic contents
between the extracted recognition candidates of the
object word and the extracted recognition candidates of
the clue word, and selects the recognition result of the
second speech based on the acquired relevance ratio.

7. The speech recognition apparatus according to claim 1,

wherein the semantic-relation storage unit stores at least one
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of synonym relation and quasi-synonym relation among
words as the semantic relation associated with the relevance
ratio.

8. The speech recognition apparatus according to claim 1,
wherein

the semantic-relation storage unit stores a co-occurrence

relation indicating that a plurality of words appear
together and a co-occurrence probability indicating a
probability of appearing the co-occurrence relation
associated with each other, and

the second-candidate selecting unit acquires from the

semantic-relation storage unit the co-occurrence prob-
ability associated with the co-occurrence relation
between the extracted recognition candidates of the
object word and the extracted recognition candidates of
the clue word, and selects the recognition result of the
second speech based on the acquired co-occurrence
probability.

9. The speech recognition apparatus according to claim 1,
wherein the correcting unit corrects the identified portion
corresponding to the object word with the word selected by
the second-candidate selecting unit to the recognition candi-
dates of the object word.

10. The speech recognition apparatus according to claim 1,
wherein the correcting unit corrects the identified portion
corresponding to the object word with the recognition result
of'the second speech selected by the second-candidate select-
ing unit.

11. The speech recognition apparatus according to claim 1,
further comprising:

adisplay unit that displays the recognition result of the first

speech; and

a correction-portion specifying unit that specifies a correc-

tion portion in the recognition result of the first speech
displayed on the display unit, wherein

the correction-portion identifying unit identifies a portion

corresponding to the object word in the first speech from
apredetermined range at least one of before and after the
specified correction portion.

12. The speech recognition apparatus according to claim
11, wherein the second input accepting unit accepts a speech
input after the correction portion is specified as an input of the
second speech.

13. The speech recognition apparatus according to claim 1,
wherein

the first input accepting unit accepts a speech input when a

first button is pressed as the first speech, and

the second input accepting unit accepts a speech input

when a second button is pressed as the second speech.

14. The speech recognition apparatus of claim 1 further
comprising a speech receiving device for receiving one of the
first speech and the second speech.

15. The speech recognition apparatus of claim 1 further
comprising an output device for outputting the recognition
result.

16. The speech recognition apparatus of claim 15 wherein
the output device is one of a visual output device and an audio
output device.

17. The speech recognition apparatus of claim 1 further
comprising a trigger device for one of triggering the first input
accepting unit to accept the input of the first speech and
triggering the second input accepting unit to accept the input
of'the second speech.

18. A speech recognition method executed by a processor,
the method comprising:

accepting a first speech;
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recognizing, by the processor, the accepted first speech to
produce first recognition candidates and first likelihood
of the first recognition candidates, the first recognition
candidates containing a phoneme-string candidate and a
word candidate;

selecting, by the processor, one of the first recognition
candidates produced for a first speech as the recognition
result of the first speech based on the first likelihood of
the first recognition candidates;

accepting, by the processor, a second speech that includes
an object word and a clue word, wherein the first speech
includes the object word, the first speech does not
include the clue word, and the recognition result of the
first speech does not include the object word, and
wherein the clue word provides the clue for recognizing
the object word and for correcting a portion of the rec-
ognition result of the first speech which corresponds to
the object word;

recognizing, by the processor, the accepted second speech
to produce second recognition candidates and second
likelihood of the second recognition candidates;

extracting, by the processor, recognition candidates of the
object word and recognition candidates of the clue word
from the produced second recognition candidates;

acquiring, by the processor, a relevance ratio associated
with the semantic relation between the extracted recog-
nition candidates of the object word and the extracted
recognition candidates of the clue word from a seman-
tic-relation storage unit that stores therein semantic rela-
tion among words and relevance ratio indicating degree
of the semantic relation in association with each other;

selecting, by the processor, one of the second recognition
candidates as the recognition result of the second speech
based on the acquired relevance ratio;

comparing, by the processor, a phoneme-string contained
in the recognition result of the first speech with a pho-
neme-string contained in the recognition candidates of
the object word extracted by the word extracting unit;

identifying, by the processor, a portion corresponding to
the object word in the first speech; and

correcting, by the processor, the identified portion corre-
sponding to the object word with a portion that contains
the object word and that is contained in the recognition
result of the second speech.

19. A computer program product having a non-transitory

computer readable medium storing therein programmed
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instructions for recognizing speech, wherein the instructions,
when executed by a computer, cause the computer to perform:

accepting a first speech;

recognizing the accepted first speech to produce first rec-
ognition candidates and first likelihood of the first rec-
ognition candidates, the first recognition candidates
containing a phoneme-string candidate and a word can-
didate;

selecting one of the first recognition candidates produced
for a first speech as the recognition result of the first
speech based on the first likelihood of the first recogni-
tion candidates;

accepting a second speech that includes an object word and
a clue word, wherein the first speech includes the object
word, the first speech does not include the clue word, and
the recognition result of the first speech does not include
the object word, and wherein the clue word provides the
clue for recognizing the object word and for correcting a
portion of the recognition result of the first speech which
corresponds to the object word;

recognizing the accepted second speech to produce second
recognition candidates and second likelihood of the sec-
ond recognition candidates;

extracting recognition candidates of the object word and
recognition candidates of the clue word from the pro-
duced second recognition candidates;

acquiring a relevance ratio associated with the semantic
relation between the extracted recognition candidates of
the object word and the extracted recognition candidates
of the clue word from a semantic-relation storage unit
that stores therein semantic relation among words and
relevanceratio indicating degree of the semantic relation
in association with each other;

selecting one of the second recognition candidates as the
recognition result of the second speech based on the
acquired relevance ratio;

comparing a phoneme-string contained in the recognition
result of the first speech with a phoneme-string con-
tained in the recognition candidates of the object word
extracted by the word extracting unit;

identifying a portion corresponding to the object word in
the first speech; and

correcting the identified portion corresponding to the
object word with a portion that contains the object word
and that is contained in the recognition result of the
second speech.



